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® Google Congestion Control
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Delay Based BWE

® AimdRateControl

® DelayBasedBwe

® Transport-wide Sequence Number
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Delay Based BWE
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Pacing/Padding

® Pacing

® SmsAAIXEIE <2.5* (1T e * 5ms
® SmsEHEAMIEST

® PacedSender, IntervalBudget ® Padding

o SUERHEMEM < iR
o [FRCERTPEMITER, FREHL




3]




EREERE

iA



EREIEPEE
o IR E B R/

@ RICP RR JitteritflbrE=
® Buffer = 3+jitter “HEi” LEE[RIN%H)




NetEq

—————— —

o ZXREA - ME
e IiA\: EWRTPHE

® HEIMFEHIKEE FH10ms S IR
® RTCP RRZ:I#1IE
® RIFRTTAKREECEZREEEZE

«



(ET

n=E




S5FEC

® FEC (ForwardErrorCorrection)

® XOR (RFC 5109/Flex FEC)
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® Infinite GOP + PLI

® Periodic Intra Refresh
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Periodic Intra Refresh
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@ AAC-LC: 1024 sample/frame
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