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WebRTC is a free, open project that provides
browsers and mobile applications with

Real-Time Communications (RTC) capabilities

via simple APIs.

The\"WebRTC components have been optimized

to best serve this purpose.
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Canary Chrome Opera Nightly Firefox Bowser Edge Safari

PeerConnection API

getUserMedia

dataChannels
TURMN support

Echo cancellation

MediaStream API

mediaConstraints

Multiple Streams
Simulcast

Screen Sharing

Stream re-broadcasting
getStats API

ORTC API

H.264 video

VP& video

lid interoperability

ct in media element

serMedia

WebAudio Integration

MediaRecorder Integration

Canvas Integration

Test support
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var errorElement

var constraints = window.constraints

audio

funct ui tream)
var wvidecTracks = stream.ge
ole.log{'Got stream with
console.logf 'Using video d
stream.oninacti = function() {
censole. log('Stream inactive
i
ndow.stream = stream;

video.srcOb = stream;

Error{error) {
(error.nams 'ConstraintMotSatisfiedError') {
errortsg('The resolution ' + constraints.video.width.exact +
constraints.video.width.exact + ' px not supported by your dewice.

} else if (error.name 'PermissicnDeniedError')

er ('Permissions have not been granted to use your camera and ' +
'microphone, you need to allow the page access your devices in

‘order for the demo to work.');

rrertsg( ' getUserMedia error: * + error.name, error);

error) {
errorElement.innerHTML += *<p»' + msg + "</

(typeof error !== 'undefined') {

errer{error);

s . getlUserl {constraints)

(handleSuccess).catch{handleError);
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Client A

Stun Server

Signal Server

connect

connect
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_:| Create PeerConnection

Add Streams

i CreateOffer

OSCilRElZ=

ClientB

Send Offer SDP Relay Offer SDP
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Relay Answer SDP < Send Answer SDP

CreateAnswer

Askmy ipaddress

COnlceCandidate

Send candidate Relay candidate
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Relay candidate
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Ask my ipaddress

AddiceCandidate

OnlceCandidate

Send candidate
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P2P Channel

OnAddStream
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https://github.com/webrtc/samples

getUserMedia()

- RTCPeerConnection
RTCDataChannel
IC E (Stu n,Turn)
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